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* Basic Call

= Call Hold

* Call Transfer

*Call Forward

* Call Waiting

= Caller-ID Display

* Multi-party Conference

* Custom Ring

* TEL URI

* DTMF (InBand, OutBand,
INFO)

* Mute

* Early Media

* Session Timer

= IPv4
* |[PvB

= Originating Identification presentation (OIP)

= Originating Identification restriction (OIR)

* Terminating Identification presentation (TIP)

* Terminating Identification restriction (TIR)

* Communication Forwarding Unconditional (CFU)

* Communication Forwarding on not Logged (CFNL)

* Communication Forwarding on Busy (CFB)

* Communication Forwarding on not Reachable (CFNRc)

* Communication Forwarding on No Reply (CFNR)
= Barring of All Incoming Calls (ICB)

= Barring of All Outgoing Calls (OCB)

* Barring of Outgoing International Calls(OICB)

= Barring of Outgoing International Calls — ex Home Country (OICBe)

= Barring of Incoming Calls - When Roaming (ICBr)
* Communication hold (HOLD)

* Communication Barring (CB)

* Message Waiting Indication (MWI)

* Communication Waiting (CW)

* Conference (CONF)

= Explicit Communication Transfer (ECT)

* Emergency call
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* Register Event Subscription
* MWI Event Subscription
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* SIP DIGEST Authentication
*IMS AKA Authentication

PILE I

s SIP
= UDP/TCP/TLS
o MTU apply of RFC3261
* RTP/RTCP
o RTP Profile
© Data Transport
o RTCP Usage
* DNS Query
* STUN/TURN/ICE
o NAT Traversal

ISR

*Codecs: G.711, G.722, G.729, iLBC, iSAC,
AMR-NB, Opus
* AEC
* AES
* ANS
o NS-MIC, Noise Suppressor for Microphone
o NS-SPEAKER, Noise Suppressor for data from network
* AGC
o AGC-MIC, Auto Gain Control for Microphone
o AGC-SPEAKER, Auto Gain Control for Speaker
*VVAD (VAD Voice Activity Detection)
* CNG (Comfortable Noise Generation)
* PLC (Packet Loss Concealment)
* DTMF
o Inband ITU Q.23
© Qutband RFC2833
©IR92 33
* Very Fast Adaptive Jitter Buffer
* Front End Handling, Front End Handling in
IR92 3,27
* Voice quality diagnosis
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¢ Codec: H.263, H.264, VP8
* FEC (Forward error correction)
* RED (Redundancy)
* TMMBR/TMMBN
* SPo (Sweet Point Control)
o ARS(Auto bit Rate Sensing)
o Framerate Auto Control
o Resolution Auto Control
¢ FIR(full intral frame request)
* Color Enhance
¢ Render
o Render in Isolated Window
o PiP Picture in Picture
o External Render
¢ Adaptive Jitter Buffer
 Packet Lost, PLC Packet Loss Concealment
*Video quality diagnosis
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