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Common setting
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Common setting
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Cancel +8616000000489  Save < Back Advanced
SIP
Account Name +8616000000489
Transport Type TCP
Server Port 5260

Username +8616000000489
Password eecccoe
Authname 460070000000489@ims.mn...
Nickname +8616000000489
Server Address 120.197.90.65
Realm gd.ims.mnc007.mcc460.3gppn...
Register Type Hotfixes

Register No Digest L

AUDIO

Codec
AGC(send)
AGC(recv)
ANS(send)
ANS(recv)
DTX

Packet Length(ms)
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Audio And Video Parameters selection
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< Account  Advanced { Account  Advanced
VIDEO ]
AUDIO
Codec
Codec
Begin Bitrate(kbps) 0
AGC(send) " @
Begin Resolution 352x288
AGC(recv) 0
Auto Resolution ()
ANS(send) C @)
Max Frame Rate(fps)(1~30) 20
ANS(recv) 0
Auto Frame Rate 0
DTX \_
Frame Rate Ctrl Mode Spatial
Packet Length(ms) 20

Key Frame Period(s)(0~600) 0
Aec (I HFR) EN_MTC_EC_OS
Key Frame Require Type RTCP

VIDEO Bandwidth Efficient Mode ON
Codec

5 |



Voice Parameters Intro

* Local Port, Remote Port: set local and remote transmission ports

* RTCP Mux: RTCP Port multiplexing

* Codec: select voice codec

* Payload: RTP payload value (not recommended to change)

* Bit rate: set bit rate (not recommended to change)

* Packet Length: set packet length (not recommended to change)

* AEC: acoustic echo canceller, including normal, 0OS, adaptive-
FDE, adaptive-SDE, fixed delay mode
FDE: formant delay estimate SDE: spectrum delay estimate

* ANS: auto noise suppression

* AGC: auto gain control

* VAD/DTX: voice activity detection and discrete transmission

* AGC Target (dB): AGC target wvalue with -10dB by default



Video Parameters Intro

* Local Port, Remote Port: set local and remote transmission ports
* RTCP Mux: RTCP port multiplexing

* Codec: select video codec

* Payload: RTP payload value (not recommended to change)

* Bit rate: set bit rate

* Frame Length: set video frame rate

* Resolution: select video resolution

* Camera: select camera (front/back/off)

* ARS: auto rate sensing to make bit rate adaptive to network

* Resolution control: auto control resolution according to network
* Framerate control: auto control frame rate according to network

* Save mode: save network band width mode



Video Parameters Intro

Transmission enhancement:

Color Enhancement: close by default

FEC/RED: forward error correction

NACK: Negative Acknowledgement

TMMBR: temporary maximum media stream bit rate
request, need be used with ARS

FIR: full intra request

VP8 RPSI: reference picture selection for VP8 codec
H.264 small nalu: small network abstract layer unit
for H.264, which means a small nalu packet 1is less
than a UDP packet

Key Period: interval between two key frame, use
values by default

Render Mode: video render mode (surface/openGL ES

2.0)
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Statistics detection
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+86 16000000331 i Statistics  Done
00:05

815
N/A
: N/A
N/A
40.7
0.0

N/A
N/A
N/A
0.0

N/A
Unknown
iguration:
ic: VoiceIO
Channel Mute: off

System Mute: off

Spk: VoiceIO
Channel Mute: off

System Mute: off

Local IP: 0.0.0.0

Local Port: 37086

Remote IP: 120.197.90.66
Remote Port: 26144

RTCP Mux: off

SRTP: off

Codec: AMR-WB

Speaker Keypad Payload: 104

Bitrate: 23850
Pkt Len: 20

FEC/RED: off
llll" AEC: on
Mode: 0s
AGC: on
. Mode: Fixed
Messages Video Call Target: -3
Rx AGC: of f
Mode: Fixed
Target: -3
VAD: off
Mode: Normal
End ANR: on
Mode: Low
ARS: off
BR Min: 8.0
BR Max: 42.0
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Thank you




